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This book will enable electrical engineers and technicians in the fields
of the biomedical, computer, and electronics engineering, to master the
essential fundamentals of DSP principles and practice. Coverage
includes DSP principles, applications, and hardware issues with an
emphasis on applications. Many instructive worked examples are used
to illustrate the material and the use of mathematics is minimized for
easier grasp of concepts.In addition to introducing commercial DSP
hardware and software, and industry standards that apply to DSP
concepts and algorithms, topics covered include ad


