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VoIP and convergence are hot topics, and the CVOICE 8.0 exam targets
candidates looking to pass Exam 642-437 and pursue their CCNP Voice
certification. Companies continue to add VoIP service at a record pace,
and network administrators are ramping up their skills. This new
member of the Sybex Study Guide series covers everything you'll need
to know to pass the certification exam.VoIP (Voice over IP) is rapidly
becoming a preferred solution for companies, and Cisco has responded
to the need with a new certification to assure proficiency in VoIP
technologyPrepares IT pr


