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A complete and systematic treatment of signal processing for VoIP
voice and fax This book presents a consolidated view and basic
approach to signal processing for VoIP voice and fax solutions. It
provides readers with complete coverage of the topic, from how things
work in voice and fax modules, to signal processing aspects,
implementation, and testing. Beginning with an overview of VoIP
infrastructure, interfaces, and signals, the book systematically covers:
Voice compression Packet loss concealment techniques DTMF
detection, generation, and rejection Wideband vo


